[ urel [ D
A BCM One Company

Intelligent Features
- SIP Connect

Connect your analogue and SIP registered

devices to your cloud telephony

environment, reducing the need for

seperate connections and services.

What is it?

SIP Connect is an add-on service to Pure IP's Managed Voice
service that allows you to connect analogue and SIP registered
devices through the use of SIP end-points.

Not to be confused with a SIP Trunk, SIP Connect works by
creating a single SIP end point in the Pure IP voice network to
which SIP registered devices*, such as Video Conferencing (VC)
units, and ATAs (Analogue Telephone Adapters) can be
connected to consolidate services and reduce the need for and
management of separate services. One SIP end point per
device.

SIP Connect utilizes a username and password authentication
to link devices rather than public IP, providing additional
flexibility to change the location of connected devices.

Where is it used?

SIP Connect is ideal for organisations who have or are
migrating telephony to the cloud with platforms such as
Microsoft Teams, or are replacing fraditional PSTN services
with SIP and need to connect on-premises devices such as fax
machines, tannoy, paging and door entry systems, DECT
phone and VC units.

Note: The following analogue devices are not currently
supported: Lifts; Alarm systems; Credit card/payment
machines; Banking machines; Emergency/back-up phones.
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Global Voice Network

— Consolidates services and
management

—  Unified user experience
—  Flexibility to relocate devices

— Integrated service




Associated Services From Pure IP

Pure IP have a range of additional solutions to help you optimize your Teams voice services, ranging from
core Voice Managed Services, additional Cloud Enablement services, Contact Center integration, SBC
Managed Services and legacy call related application integration. Speak to you local Pure IP representative
for further information.
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